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H. Sak, T. Güngör and M. Saraclar.
Turkish Language Resources: Morphological Parser, Morphological Disambiguator and Web Corpus.
In Proceedings of the 6th International Conference on Natural Language Processing, GoTAL, 2008.

S. Parlak and M. Saraclar.
Spoken Term Detection for Turkish Broadcast News.
In Proceedings of IEEE ICASSP, Las Vegas, USA, 2008.

E. Arisoy, H. Sak and M. Saraclar.
Language Modeling for Automatic Turkish Broadcast News Transcription.
In Proceedings of Interspeech, Antwerp, Belgium, 2007.

Z. Liu and M. Saraclar.
Speaker Segmentation and Adaptation for Speech Recognition on Multiple-Speaker Audio Confer-
ence Data.
In Proceedings of ICME, Beijing, China, 2007.
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